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Description
Field of Invention

[0001] The present invention relates to bandwidth ex-
tension of transmitted speech data by synthesizing fre-
quency ranges that are not transmitted and, in particular,
to bandwidth extension of speech signals transmitted by
telephone systems using speaker-dependent informa-
tion.

Prior Art

[0002] The quality of transmitted audio signals often
suffers from some bandwidth limitations. Different from
natural face-to-face speech communication, that covers
a frequency range from approximately 20 Hz to 20 kHz,
communication by telephones or cellular phones is char-
acterized by a limited bandwidth. Common telephone au-
dio signals, in particular, speech signals show a limited
bandwidth of only 300 Hz - 3.4 kHz. Speech signals with
lower and higher frequencies are simply not transmitted
thereby resulting in degradation in speech quality, in par-
ticular, manifested in a reduced intelligibility.

[0003] Possible solutions for the problem of enhancing
telephone bandwidths consist in the combination of two
or more bandlimited speech channels or the utilization
of so-called wideband speech codes. Both methods de-
mand for significant service modifications and result in
an undesirably increase of costs.

[0004] Thus, it is highly preferable to provide an en-
hanced bandwidth at the receiver side of the communi-
cation. Due to the very nature of the human vocal tract,
there is some correlation between a bandlimited speech
signal and those frequency parts of the original utterance
that are missing due to band restrictions. Consequently,
promising methods of bandwidth extension comprise the
synthesizing of wideband speech signals from bandlim-
ited speech signals.

[0005] Usually, some speech signal analysis precedes
the generation of wideband speech signals from band-
limited ones as, e.g., telephone speech signals. Gener-
ally, at least two processing steps have to be performed.
In the first step, the wideband spectral envelope is esti-
mated from the determined bandlimited envelope ex-
tracted from the bandlimited speech signal.

[0006] Ingeneral, lookup tables or code books (see "A
New Technique for Wideband Enhancement of Coded
Bandlimited Speech," by J. Epps and W.H. Holmes, IEEE
Workshop on Speech Coding, Conf. Proc., p. 174, 1999)
have to be generated, which define correspondences be-
tween bandlimited and wideband spectral envelope rep-
resentations of speech signals. The closest wideband
spectral envelope representation of the extracted band-
limited spectral envelope representation of the received
speech signal has to be identified in the code book and
has subsequently to be used to synthesize the required
wideband speech signal. The synthesizing process in-
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cludes the generation of highband and lowband signals
in the respective frequency ranges above and below the
frequency range of the bandlimited signals.

[0007] The generation of the code books may be
achieved by means of a Linear Predictive Coding (LPC)
analysis. According to this method, LPC coefficients are
extracted from wideband training signals. These signals
are band-pass filtered and the LPC coefficients of the
resulting bandlimited signals are also extracted thereby
allowing to establishing a correspondence between the
LPC representations of the bandlimited and the wide-
band signals.

[0008] Alternatively or complementing the utilization of
code books, artificial neural networks can be employed
for the non-linear mapping of bandlimited spectral enve-
lope representations of speech signals to the respective
wideband representations (see, e.g., "Bandwidth Exten-
sion of Narrowband Speech for Low Bit-Rate Wideband
Coding", by J.-M. Valin and R. Lefebvre, IEEE Workshop
on Speech Coding, Conf. Proc., p. 130, 2000).

[0009] Inthesecondstep, awideband excitationsignal
is to be generated from the received bandlimited speech
signal. The excitation signal ideally represents the signal
that would be detected immediately at the vocal chords.
The excitation signal may be generated, e.g. by non-lin-
ear characteristic curves (see "Spectral Widening of the
Excitation Signal for Telephone-Band Speech Enhance-
ment", by U. Kornagel, IWANEC 2001, Conf. Proc., p.
215, 2001), or on the basis of the pitch and power of the
bandlimited excitation signal. In order to extend the band-
width of the telephone band the modeled excitation signal
is then shaped with the estimated wideband spectral en-
velope and added to the bandlimited signal.

[0010] However, code books are generated during a
training phase that is generally very time consuming. The
weights of artificial neural networks have usually to be
extensively trained off-line before usage. Moreover, the
training is usually to be performed in a speaker-independ-
entway, since the user is not known a priori. This implies
that large databases have to be processed and generat-
ed which makes the training procedure rather time-con-
suming.

[0011] Nevertheless, the achievable quality is not the
highest possible, since individual speaker-dependent
features cannot be taken into account. Moreover, the
training results received in some studio environment are
usually not sufficiently compatible with real life applica-
tions, in particular, in the case of noisy environments as
in vehicular cabins.

[0012] It is therefore the problem underlying the
present invention to overcome the above-mentioned
drawbacks and to provide a system and a method for
speech processing of bandlimited speech communica-
tion with an effectively extended bandwidth synthesized
reliably at the receiver side.
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Description of the Invention

[0013] The above-mentioned problem is solved by the
method according to claim 1 and the system according
to claim 11. According to claim1 it is provided a method
for generating wideband speech signals from bandlimit-
ed speech signals transmitted and received by a first par-
ty and by a second party, comprising

generating and transmitting first speaker-dependent data
by the first party;

receiving the first speaker-dependent data by the second
party; and

generating first wideband speech signals on the basis of
the first speaker-dependent data by the second party.
[0014] Speaker-dependent data are generated by the
first party from the utterances by a first speaker or com-
munication partner. The utterances, i.e. the speech sig-
nals, are detected and analyzed in order to build a data-
base that subsequently can be used by the other party,
i.e. the second party, for determining appropriate wide-
band signals for the received bandlimited signals that are
transmitted by the first party. A second communication
partner can therefore listen to synthesized wideband sig-
nals. Note, that by the expression first or second "party"
herein it is referred to the corresponding side, in partic-
ular, the technical means of the telecommunication sys-
tem.

[0015] The speaker-dependent data may comprise
bandlimited speech parameters and the associated
wideband speech parameters. The bandlimited speech
parameters can be obtained by the first party utilizing a
band pass filter that allows the frequency range to be
passed that corresponds to the frequency range availa-
ble for the data channel used for transmitting the speech
signals detected by the first party to the second party.
[0016] The bandlimited parameters may comprise
characteristic parameters for the determination of band-
limited spectral envelopes and/or the pitch and/or the
short-time power and/or the highband-pass-to-lowband-
pass power ratio and/or the signal-to-noise ratio, and the
wideband parameters may comprise wideband spectral
envelopes and/or characteristic parameters for the de-
termination of wideband spectral envelopes and/or wide-
band excitation signals.

[0017] The second partyis enabled to synthesize wide-
band speech signals received from the first party using
the speaker-dependent data. In particular, the received
signals are analyzed and bandlimited speech parame-
ters are determined. Appropriate speaker-dependent
bandlimited parameters included inthe speaker-depend-
ent data may be assigned to the analyzed bandlimited
parameters. The speaker-dependent bandlimited pa-
rameters can subsequently be mapped to the according
wideband parameters.

[0018] Consequently, individual speaker-dependent
features can be used for the bandwidth extension. More-
over, the speaker-dependent data are automatically
adapted to the environment of the speaker including the
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room acoustics and, in particular, the microphone char-
acteristics. Thus, an improved quality and reduced com-
plexity as well as almost no artifacts can be achieved by
the disclosed method for bandwidth extension.

[0019] A further data channel may be needed to trans-
mit the speaker-dependent data in addition to and con-
currently with bandlimited speech signal. The data trans-
fer rate of the additional channel may be relatively low.
In addition, no synchronization is necessary and relative-
ly long delay times are tolerable.

[0020] The disclosed method may be used for one par-
ty only or may be used for both parties in which case the
same additional data channelfor the respective speaker-
dependent speech data may be used. Accordingly, the
disclosed method may also comprise generating and
transmitting second speaker-dependent data by the sec-
ond party, receiving the second speaker-dependent data
by the first party and generating second wideband
speech signals on the basis of the second speaker-de-
pendent data by the first party. Thereby, both communi-
cation partners can profit from the increased quality of
the speech signals.

[0021] Furthermore, an embodiment of the method
may further comprise providing a database for the sec-
ond party that is not transmitted by the first party and the
first wideband speech signals may be generated on the
basis of the first speaker-dependent data and the data-
base that is not transmitted by the first party.

[0022] If bandwidth extension is provided for both the
second and the first party, the method for generating
wideband speech signals may further comprise providing
a database for the second party that is not transmitted
by the first party and/or providing another database for
the first party that is not transmitted by the second party,
and the first wideband speech signals may be generated
on the basis of the first speaker-dependent data and the
database that is not transmitted by the first party and/or
the second wideband speech signals may be generated
on the basis of the second speaker-dependent data and
the other database that is not transmitted by the second
party.

[0023] The two further provided and not transmitted
databases may or may notbe identical copies ofthe same
database that may comprise speaker-independent off-
line training results.

[0024] Usage of both kinds of databases in parallel al-
lows for a decision about which one gives better results,
e.g., in terms of distance measures. Accordingly, some
of the wideband speech signals may be generated using
the transmitted data and some other may be generated
using databases that are not transmitted. Moreover,
some weighted average of the wideband parameters of
the different data sets may be used for synthesizing the
wideband speech signals.

[0025] In generating the wideband speech signals pri-
ority may be given to the transmitted speaker-dependent
data, in particular, if it is to be expected, e.g., on the
grounds of distance measures, that with the help of these
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data better results can be achieved.

[0026] To give priority to the transmitted speaker-de-
pendent data may, in particular, mean that at first the
speaker-dependent data, e.g. speaker-dependent code
books, are used in order to determine appropriate wide-
band speech parameters and only, if some distance
measures show no satisfying values, the database that
is not transmitted and possibly comprises speaker-inde-
pendent data is taken into account for wideband speech
synthesizing. Itmay also mean thatin case of significantly
different estimates for the wideband signal, the estimate
obtained by means of the speaker-dependent data is
chosen for the synthesizing of the wideband speech sig-
nal.

[0027] It may be preferred that the transmitting of
speaker-dependent data starts after the generation of
the entire speaker-dependent data is completed. The
generation of valuable speaker-dependent data may
take some time. In the case of transmission of the speak-
er-dependent data after completion of the training proc-
ess, the bandwidth extension may be performed exclu-
sively on the basis of the not transmitted database until
the speaker-dependent data are transmitted to allow for
a further increase of the quality of the speech signals.
[0028] The speaker-dependent data may comprise
speaker-dependent code books and/or weights for arti-
ficial neural networks.

[0029] Artificial neural networks may be employed that
are composed of many computing elements, usually de-
noted neurons, and working in parallel. The elements are
connected by synaptic weights, which are allowed to
adapt through learning or training processes.

[0030] Different networktypes may advantageously be
employed, e.g. a model including supervised learning in
a feed-forward (signal transfer) network. The neural net-
work is given an input signal, which is transferred forward
through the network. Eventually, an output signal is pro-
duced. The neural network can be understood as a
means for mapping from the input space to the output
space, and this mapping is defined by the free parame-
ters of the model, which are the synaptic weights con-
necting the neurons.

[0031] According to embodiments of the inventive
method for bandwidth extension smaller code books or
neural networks with a reduced number of neurons as
compared to the art are sufficiently reliable.

[0032] Thespeaker-dependent data canbe generated
using data sampled before the first and/or the second
parties transmit and receive the bandlimited speech sig-
nals. This previously sampled data may be generated by
a speech recognizing means.

[0033] Itmaybe preferred notto use any stored speech
data but rather the extracted parameters of the speech
analysis performed by the recognizing means, as, e.g.,
coefficients for a Linear Predictive Coding (LPC). Alter-
natively, also the recorded speech during previous tele-
phone calls, respectively extracted parameters, can be
utilized for this purpose. However, speaker identification
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is necessary to make sure that the person currently
speaking is equal to the one who has spoken during the
recordings.

[0034] Providing previously sampled data, i.e. data
generated in the past before an actual communication
has started, allows forimmediately transmitting speaker-
dependent data at the very beginning of the actual com-
munication.

[0035] The synthesizing of wideband speech signals
may comprise generating highband and/or lowband
speech signals and adaptation of parameters that are
needed to generate the highband and/or lowband speech
signals.

[0036] By 'highband’ and ‘lowband’ those parts of the
frequency spectrum are meant, that are synthesized in
addition to the received limited band.

[0037] Furthermore, the present invention provides a
computer program product, comprising one or more com-
puter readable media having computer-executable in-
structions for performing the steps of the above describe
embodiments of the inventive method for speech
processing of generating wideband speech signals from
bandlimited speech signals.

[0038] Itisfurther provided a system for bandwidth ex-
tension of bandlimited speech signals transmitted and
received by a first party and by a second party, compris-
ing

a first database generated by the first party comprising
first speaker-dependent data;

a first transmitting means for transmitting the first data-
base to the second party;

a first analyzing means configured to analyze the band-
limited speech signals received by the second party to
determine at least one first analyzed bandlimited speech
parameter;

a first mapping means configured to determine at least
one first wideband speech parameter from the at least
one first analyzed bandlimited speech parameter on the
basis of the first database; and

a first wideband synthesizing means for synthesizing first
wideband speech signals on the basis of the at least one
first wideband speech parameter.

[0039] The wideband synthesizing means may com-
prise an audio signal generating means configured to
generate a highband and/or lowband audio signal on the
basis of the at least one wideband parameter.

[0040] Preferably, a second data channel is provided
for transmitting and receiving the database comprising
the speaker-dependent data.

[0041] The system may also comprise a second data-
base generated by the second party comprising second
speaker-dependent data, a second transmitting means
for transmitting the second database to the first party, a
second analyzing means configured to analyze the band-
limited speech signals received by the first party to de-
termine at least one second analyzed bandlimited
speech parameter, a second mapping means configured
to determine at least one second wideband speech pa-
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rameter from the at least one second analyzed bandlim-
ited speech parameter on the basis of the second data-
base and a second wideband synthesizing means for
synthesizing second wideband speech signals on the ba-
sis of the at least one second wideband speech param-
eter.

[0042] Furthermore, the system may comprise a third
database provided for the second party and not trans-
mitted by the first party and the first mapping means can
be configured to determine the at least one first wideband
speech parameter on the basis of the first database and
on the basis of the third database.

[0043] If bandwidth extension is provided for both the
second and the first party, the system may also comprise
a third database provided for the second party and not
transmitted by the first party, and the first mapping means
may be configured to determine the at least one first wide-
band speech parameter on the basis of the first database
and on the basis of the third database and/or a fourth
database provided for the first party and not transmitted
by the second party, and the second mapping means
may be configured to determine the at least one second
wideband speech parameter on the basis of the second
database and on the basis of the fourth database.
[0044] In the first (second) and third (forth) databases
the same bandlimited parameter(s) or characterizing
vector(s), may be identified in correspondence to the an-
alyzed bandlimited parameter(s) or characterizing vector
(s). Mapping to both the associated wideband parameter
(s) in the first (second) and third (forth) databases may
be performed.

[0045] Thefirst and/or second mapping means can be
configured to give priority to the speaker-dependent data
when determining the at least one wideband speech pa-
rameter.

[0046] Moreover, the first and/or second transmitting
means can be configured to start the transmission of
speaker-dependent data afterthe generation of the entire
speaker-dependent data is completed.

[0047] The first and/or second databases may prefer-
ably comprise speaker-dependent code books and/or
weights for artificial neural networks.

[0048] Furthermore, the first and/or second databases
may comprise speaker-dependent data sampled before
the first and/or the second parties transmit and receive
the bandlimited speech signals.

[0049] According to an embodiment the inventive sys-
tem may further comprise a speech recognizing means
for generating speaker-dependent data. If the first and/or
second databases may comprise speaker-dependent
data sampled before the first and/or the second parties
transmit and receive the bandlimited speech signals, this
data may be generated by the speech recognizing
means.

[0050] The disclosed system may comprise a control
unit for controlling the determining of the at least one
wideband speech parameter and the synthesizing of the
wideband speech signals and the control unit may control
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the synthesizing means to adapt parameters that are
needed to generate highband and/or lowband speech.
[0051] Further provided are a hands-free set, in par-
ticular, for use in a vehicle, as well as a mobile phone
comprising one of the above described embodiments of
the inventive system. Employment of embodiments the
inventive system in fixed-installed phones, mobile
phones and hands-free sets improves the intelligibility of
speech signals significantly. In the rather noise environ-
ment of vehicular cabins embodiments of the disclosed
system is considered to be advantageous for the com-
munication via hands-free sets.

[0052] Additional features and advantages of the
present invention will be described with reference to the
drawings. In the description, reference is made to the
accompanying figures that are meant to illustrate pre-
ferred embodiments of the invention. Itis understood that
such embodiments do not represent the full scope of the
invention that is defined by the claims given below.
[0053] Figure 1 shows elementary steps of an example
for the disclosed method for bandwidth extension of
bandlimited speech signals comprising training of speak-
er-dependent code books, transmitting and receiving
speech signals as well as the code books and analyzing
the speech signals and performing a mapping of the re-
sults of the speech analysis to the entries of the code
books.

[0054] Figure 2 further illustrates steps of an example
of the disclosed method comprising non-linear mapping
by means of speaker-dependent and speaker-independ-
ent code books.

[0055] Figure 3 shows elements of the disclosed sys-
tem for bandwidth extension of bandlimited speech sig-
nals comprising a control unit, a pair of code books and
a wideband synthesizing means.

[0056] Considertwo parties, aremote orfirst party and
a near or second party, connected by a telephone line.
With respect to Figure 1, one may consider that a remote
speaker speaks at some given time. The verbal utteranc-
es by the first speaker 10 are detected and processed
11 by the first party. Detection of the utterances may be
performed by a microphone or a microphone array. The
processing can include noise reduction as well as beam-
forming of the speech signals that are converted to elec-
trical signals.

[0057] The speech signals are limited to a bandwidth
of 300 Hz - 3.4 kHz and they are transmitted 12 to the
second/near party. Transmission may, e.g., be per-
formed by radio using the Global System for Mobile Com-
munications (GSM).

[0058] When the communication starts, at least at the
first/remote party speaker-dependent code books 13 are
trained. According to one embodiment, Linear Predictive
Coding (LPC) analysis coefficients are extracted from
wideband training signals. These signals are subse-
quently band-pass filtered and the LPC coefficients of
the resulting bandlimited signals are extracted. Thereby
a unique correspondence between the LPC representa-
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tions of the bandlimited and the wideband signals can be
established.

[0059] The training process will take some time. It
might be supported by training results achieved at tele-
phone calls by the same speaker in the past, i.e. a com-
bined on-line and off-line training can be performed to
increase performance. The off-line training can also be
performed using stored analyzing parameters of a
speechrecognizing system. Adecision means willdecide
when the training process is completed, e.g., after some
hundred words have been learned.

[0060] After completion of the training process the
speaker-dependent code books 13, i.e. one code book
for the wideband speech signals and another for the
bandlimited speech signals, are transmitted to the sec-
ond party 14. For the transmission of the code books a
data transmission channel different from the one used
for the transmission of the bandlimited speech signals
representing the verbal utterances of the first speaker
must usually be available. The data transfer rate of this
further data channel may be relatively low as compared
to the one of the channel for the speech signals. Alter-
natively, the same channel that is used for the speech
transmission can be utilized as well for the transmission
of the code books by applying techniques such as wa-
termarking, i.e. hiding the additional data within the
speech signal by means of masking.

[0061] Thus, according to the present example for the
inventive method of bandwidth extension of transmitted
speech signals the second party receives both bandlim-
ited speech signals and, after completion of the training
process, a (remote) speaker-dependent pair of code
books 15.

[0062] The received bandlimited speech signals are
processed and, in particular, analyzed for the spectral
features and based on the results of the speech analysis
a non-linear mapping to the appropriate wideband sig-
nals is performed 16.

[0063] The bandlimited speech signal is converted to
the desired bandwidth, by increasing the sample rate,
without generating additional frequency ranges. If, for ex-
ample, a bandlimited signal is sampled at 8 kHz it may
be processedto obtainthe signal at a sampling frequency
of 16 kHz.

[0064] Whereas the analyzing step may be performed
according to any method known from the art, the mapping
makes use of the received code books trained on the first
side. The analyzing process provides the bandlimited
spectral envelope and estimate for the narrowband ex-
citation signal thatideally represents the signal that would
be detected immediately at the vocal chords after appro-
priate bandpass filtering. The estimated wideband exci-
tation signal can subsequently be shaped by the estimat-
ed wideband spectral envelope in order to obtain a syn-
thesized wideband signal 17.

[0065] The wideband spectral envelope is assigned to
the bandlimited one by a non-linear mapping means on
the basis of the analyzed bandlimited parameters.
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[0066] Wideband parameters contained in one of the
code books are mapped to bandlimited parameters con-
tained in another code book. According to the inventive
method the code books are trained by the first speaker.
Different from the art speaker-dependent code books
can, thus, be used for the estimation of the wideband
spectral envelope.

[0067] After the appropriate wideband spectral enve-
lopes for the received bandlimited speech signals are
obtained, the entire wideband speech signals may be
synthesized 17. Instead of synthesizing the entire wide-
band signals, it may be preferred that the synthesized
speech signal portion outside the bandwidth of the band-
limited signal, i.e. the highband and lowband speech sig-
nals, are addedto the detected and analyzed bandlimited
signal.

[0068] It is noted that instead of or in addition to code
books artificial networks may be used. In this case, the
weights of the neural network are trained during the tel-
ephone conversation at the first side. After completion of
the training process, the weights are transmitted to the
second party.

[0069] The most popular of all neural networks, the
Multi-Layer Perceptron network, may advantageously be
used. The basic unit (neuron) of the network is a percep-
tron. This is a computation unit, which produces its output
by taking a linear combination of the input signals and
by transforming this by a function called activity function.
The output of the perceptron as a function of the input
signals can thus be written:

y =0'(ZW,-X,. +0)v

where y is the output, x; is the input signals (i = 1, .., n),
w; is the neuron weights, 0 is the bias term (another neu-
ron weight) and o is the activity function. Possible forms
of the activity function are linear function, step function,
logisticfunction and hyperbolictangentfunction. The kind
of activity function may also be transmitted together with
the weights. Usually, however, the activity function will
be pre-determined in the neural networks the first and
the second party may be provided with.

[0070] Whereas inthe presentexample training is per-
formed by the first/remote party and the trained code
books and/or weights for the neural network are trans-
mitted to and received by the second/near party in order
to extend the bandlimited signals transmitted to the sec-
ond party, the same operation may be carried out in the
opposite direction. The same data channel can be used
to transmit code books from the first party to the second
party and vice versa.

[0071] Figure 2 illustrates a further example for the
herein disclosed method for bandwidth extension of
bandlimited speech signals. Speech signals 20 are re-
ceived by a near party that are transmitted by a remote
party. These speech signals are bandlimited due to some
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restrictions of the data processing by the remote party
and/or a limited capacity of the data channel used for the
transmission of the speech signals.

[0072] Thereceived speech signal are analyzed 21 as
described above. Based on the results of the speech
analysis a non-linear mapping means can perform as-
signment of wideband parameters to the analyzed band-
limited parameters 22. Different from the example dis-
cussed with respect to Figure 1, speaker-independent
code books 23 and speaker-dependent ones 24 are
available for the mapping 22. To be more specific, the
analyzed bandlimited parameters can be compared with
respective ones in bandlimited speaker-independent 23
or speaker-dependent 24 code books, and the best
matching bandlimited parameter is identified in the code
books 23 and 24. This bandlimited parameter can be the
same in both code books 23 and 24.

[0073] Atthe beginning of the communication with the
first party, the assignment of the appropriate wideband
parameters, that are necessary for synthesizing wide-
band signals 25, to the analyzed 21 bandlimited param-
eters is exclusively done by using the speaker-independ-
ent code books 23. The risk of producing artifacts is rel-
atively high at this stage of modeling wideband speech
signals.

[0074] However, after some time of communication
has elapsed, speaker-dependent code books 24 are gen-
erated and transmitted to the second party. After the pair
of speaker-dependent code books 24 has been received,
it can be used for the future synthesizing of wideband
speech signals 25. Since these code books 24 are gen-
erated for the actual speaker’'s communication environ-
ment and the individual speech characteristics, the qual-
ity of the synthesized speech signals should be improved
significantly as compared to the speech signals gener-
ated onthe basis of the speaker-independent code books
23.

[0075] Some operative elements of the system for
bandwidth extension of bandlimited speech signals ac-
cording to an embodiment of the present invention are
illustrated in Figure 3. Speech data 30 is input in the sys-
tem as bandlimited speech signals X;;,, 31. The input
speech signal is analyzed by an analyzing means 32.
The analyzing means comprises means for extracting
the bandlimited spectral envelope and for determining
the power of the bandlimited excitation signal.

[0076] The analysis data are transmitted to a control
unit 33. The analyzed bandlimited parameters are used
to generate at least one characteristic vector that may
be a cepstral vector. The characteristic vectoris assigned
to the vector of the bandlimited code book with the small-
est distance to this characteristic vector. As a distance
measure, e.g., the ltakuro-Saito distance measure, may
be used. The vector determined in the bandlimited code
book is mapped to the corresponding characterizing vec-
tor of the wideband code book. The bandlimited and the
wideband code book constitute the pair of code books 34.
[0077] According to the inventive system, not only
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speech data 30 are transmitted from one party to another
but also for one or both of the communication partners
speaker-dependent code books are generated before
and/or during the communication. After the code books
are completely generated by one party, they are trans-
mitted to the other party. Thus, in addition to speech data
30 speaker-dependent data 35 comprising a pair of
speaker-dependent code books 34 are transmitted via a
further data channel.

[0078] A means for generating wideband excitation
signals 36 is also controlled by the control unit 33 and
provided to generate the wideband excitation signals cor-
responding to the respective lowband excitation signals
that are obtained by the analyzing means 32. Awideband
synthesizing means 37 eventually generates the wide-
band signals xy,g 38 on the basis of the wideband exci-
tation signals and the wideband spectral envelopes.
[0079] The wideband signals xg 38 comprise low-
band and highband speech portions that are missing in
the detected bandlimited signals 31. If, e.g., the bandlim-
ited signal shows a frequency range from 300 Hz to 3,4
kHz, the lowband and the highband signals may show
frequency ranges from 50 - 300 Hz and from 3,4 kHz to
a predefined upper frequency limit with a maximum of
half of the sampling rate, respectively.

Claims

1. Method for generating wideband speech signals
from bandlimited speech signals transmitted and re-
ceived by a first party and by a second party, com-
prising
generating and transmitting first speaker-dependent
data by the first party;
receiving the first speaker-dependent data by the
second party;
analyzing the bandlimited speech signals received
by the second party to determine at least one first
analyzed bandlimited speech parameter; and
generating first wideband speech signals from the
at least one first analyzed bandlimited speech pa-
rameter on the basis of the first speaker-dependent
data by the second party.

2. Method according to claim 1, further comprising
generating and transmitting second speaker-de-
pendent data by the second party;
receiving the second speaker-dependentdata by the
first party; and
generating second wideband speech signals on the
basis of the second speaker-dependent data by the
first party.

3. Method according to claim 1, further
providing a database for the second party that is not
transmitted by the first party; and
wherein the first wideband speech signals are gen-
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erated on the basis of the first speaker-dependent
data and the database that is not transmitted by the
first party.

Method according to claim 2, further comprising
providing a database for the second party that is not
transmitted by the first party and/or

providing another database for the first party that is
not transmitted by the second party; and

wherein the first wideband speech signals are gen-
erated on the basis of the first speaker-dependent
data and the database that is not transmitted by the
first party and/or

the second wideband speech signals are generated
on the basis of the second speaker-dependent data
and the other database that is not transmitted by the
second party.

Method according to claim 3 or 4, wherein in gener-
ating the wideband speech signals priority is given
to the speaker-dependent data.

Method according to one of the preceding claims,
wherein the transmitting of speaker-dependent data
starts after the generation of the entire speaker-de-
pendent data is completed.

Method according to one of the preceding claims,
wherein the speaker-dependent data comprise
speaker-dependent code books and/or weights for
artificial neural networks.

Method according to one of the preceding claims,
wherein the speaker-dependent data are generated
using data sampled before the first and/or the second
parties transmit and receive the bandlimited speech
signals.

Method according to claim 8, wherein the data sam-
pled before the first and/or the second party transmit
and receive the bandlimited speech signals have
been generated by a speech recognizing means.

Computer program product, comprising one or more
computer readable media having computer-execut-
able instructions performing the steps of the method
according to one of the preceding claims. when said
computer program product is run on a computer.

System for bandwidth extension of bandlimited
speech signals transmitted and received by a first
party and by a second party, comprising

a first database generated by the first party compris-
ing first speaker-dependent data;

a first transmitting means for transmitting the first
database to the second party;

a first analyzing means configured to analyze the
bandlimited speech signals received by the second
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party to determine at least one first analyzed band-
limited speech parameter;

a first mapping means configured to determine at
least one first wideband speech parameter from the
at least one first analyzed bandlimited speech pa-
rameter on the basis of the first database; and
afirst wideband synthesizing means for synthesizing
first wideband speech signals on the basis of the at
least one first wideband speech parameter.

System according to claim 11, further comprising

a second database generated by the second party
comprising second speaker-dependent data;
asecond transmitting means fortransmitting the sec-
ond database to the first party;

a second analyzing means configured to analyze the
bandlimited speech signals received by the first party
to determine at least one second analyzed bandlim-
ited speech parameter;

a second mapping means configured to determine
at least one second wideband speech parameter
from the at least one second analyzed bandlimited
speech parameter on the basis of the second data-
base;

a second wideband synthesizing means for synthe-
sizing second wideband speech signals on the basis
of the at least one second wideband speech param-
eter.

System according to claim 11, further comprising

a third database provided for the second party and
not transmitted by the first party; and wherein

the first mapping means is configured to determine
the at least one first wideband speech parameter on
the basis of the first database and on the basis of
the third database.

System according to claim 12, further comprising

a third database provided for the second party and
not transmitted by the first party; and wherein

the first mapping means is configured to determine
the at least one first wideband speech parameter on
the basis of the first database and on the basis of
the third database and/or

a fourth database provided for the first party and not
transmitted by the second party; and wherein

the second mapping means is configured to deter-
mine the at least one second wideband speech pa-
rameter on the basis of the second database and on
the basis of the fourth database.

System according to claims 13 or 14, wherein the
first and/or second mapping means are configured
to give priority to the speaker-dependent data when
determining the at least one wideband speech pa-
rameter.

Systemaccording to one ofthe claims 11-15, where-
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inthefirst and/orsecond transmitting means are con-
figured to start the transmission of speaker-depend-
ent data after the generation of the entire speaker-
dependent data is completed.

System according to one oftheclaims 11 - 16, where-
inthefirstand/or second databases comprise speak-
er-dependent code books and/or weights for artificial
neural networks.

Systemaccordingto one oftheclaims 11-17, where-
inthefirstand/or second databases comprise speak-
er-dependent data sampled before the first and/or
the second party transmit and receive the bandlim-
ited speech signals

System according to claim 18, further comprising a
speech recognizing means for generating speaker-
dependent data.

System accordingto one of the claims 11 - 19, further
comprising a control unit for controlling the determin-
ing of the at least one wideband speech parameter
and the synthesizing of the wideband speech sig-
nals, and wherein the control unit controls the syn-
thesizing means to adapt parameters that are need-
ed to generate highband and/or lowband speech sig-
nals.

Hands-free set comprising a system according to
one of the claims 11 - 20.

Mobile phone comprising a system according to one
of the claims 11 - 20.

Patentanspriiche

1.

Verfahren zum Erzeugen von Breitband - Sprachsi-
gnalen aus bandbeschrankten Sprachsignalen, die
von einer ersten Partei und einer zweiten Partei
Ubermittelt und empfangen werden, umfassend
Erzeugen und Ubermitteln von ersten sprecherab-
hangigen Daten durch die erste Parte;;

Empfangen der ersten sprecherabhangigen Daten
durch die zweite Partei;

Analysieren der von der zweiten Partei empfange-
nen bandbeschrankten Sprachsignale, um zumin-
dest einen ersten analysierten bandbeschrankten
Sprachparameter zu bestimmen, und

Erzeugen von ersten Breitband - Sprachsignalen
aus dem zumindest einen ersten analysierten band-
beschrankten Sprachparameter auf der Grundlage
der ersten sprecherabhéngigen Daten durch die
zweite Partei.

Verfahren gemaf Anspruch 1, weiterhin umfassend
Erzeugen und Ubermitteln von zweiten sprecherab-
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hangigen Daten durch die zweite Partei;
Empfangen der zweiten sprecherabhangigen Daten
durch die erste Partei; und

Erzeugen zweiter Breitband - Sprachsignale auf der
Grundlage der zweiten sprecherabhéangigen Daten
durch die erste Partei.

Verfahren gemaR Anspruch 1, weiterhin

eine Datenbank fur die zweite Partei zur Verfigung
stellend, die nicht von der ersten Partei ibermittelt
wird; und

worin die ersten Breitband - Sprachsignale auf der
Grundlage der ersten sprecherabhangigen Daten
und der Datenbank, die nicht von der ersten Partei
Ubermittelt wird, erzeugt werden.

Verfahren geméafR Anspruch 2, weiterhin umfassend
Bereitstellen einer Datenbank fir die zweite Partei,
die nicht von der ersten Partei Gibermittelt wird und/
oder

Bereitstellen einer weiteren Datenbank flir die erste
Partei, die nicht von der zweiten Partei Ubermittelt
wird; und

worin die ersten Breitband - Sprachsignale auf der
Grundlage der ersten sprecherabhangigen Daten
und der Datenbank, die nicht von der ersten Partei
Ubermittelt wird, erzeugt werden und/oder

die zweiten Breitband - Sprachsignale auf der
Grundlage der zweiten sprecherabhéangigen Daten
und der weiteren Datenbank, die nicht von der zwei-
ten Partei ubermittelt wird, erzeugt werden.

Verfahren gemafl Anspruch 3 oder4, indem beidem
Erzeugen der Breitband - Sprachsignale die Prioritat
den sprecherabhangigen Daten gegeben wird.

Verfahren gemaR einem der vorhergehenden An-
spriiche, in dem das Ubermitteln von sprecherab-
hangigen Daten beginnt, nachdem die Erzeugung
der gesamten sprecherabhangigen Daten beendet
worden ist.

Verfahren gemaR einem der vorhergehenden An-
spriiche, in dem die sprecherabhdngigen Daten
sprecherabhdngige Code - Bicher und/oder Ge-
wichte fur kunstliche neuronale Netze umfassen.

Verfahren gemaR einem der vorhergehenden An-
spriche, in dem die sprecherabhangigen Daten un-
ter Verwendung von Daten erzeugt werden, die ge-
sammeltworden sind, bevor die erste und/oder zwei-
te Partei die bandbeschrankten Sprachsignale uber-
mittelt und empfangt.

Verfahren geman Anspruch 8, in dem die Daten, die
gesammelt worden sind, bevor die erste und/oder
zweite Partei die bandbeschrankten Sprachsignale
Ubermittelt und empfangt, durch eine Spracherken-
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nungseinrichtung erzeugt worden sind.

Computerprogrammprodukt, das eines oder mehre-
re computeriesbare Medien umfasst, die computer-
ausflhrbare Anweisungen aufweisen, die die Schrit-
te des Verfahrens gemaR einem der vorhergehen-
den Anspriche ausfiihren, wenn das genannte
Computerprogrammprodukt auf einem Computer
laufengelassen wird.

System flir Bandbreitenerweiterung von bandbe-
schrankten Sprachsignalen, die von einer ersten
Partei und von einer zweiten Partei Ubermittelt und
empfangen werden, umfassend

eine erste Datenbank, die durch die erste Partei er-
zeugt wird, welche erste sprecherabhangige Daten
umfasst;

eine erste Ubermittlungseinrichtung zum Ubermit-
teln der ersten Datenbank an die zweite Partei;
eine erste Analysiereinrichtung, die dazu konfiguriert
ist, die bandbeschrankten Sprachsignale zu analy-
sieren, die von der zweiten Partei empfangen wer-
den, um zumindest einen ersten analysierten band-
beschrankten Sprachparameter zu bestimmen;
eine erste Abbildungseinrichtung, die dazu konfigu-
riert ist, zumindest einen ersten Breitband - Sprach-
parameter aus dem zumindest einen ersten analy-
sierten bandbeschrankten Sprachparameter auf der
Grundlage der ersten Datenbank zu bestimmen; und
eine erste Breitband - Synthetisiereinrichtung zum
Synthetisieren von ersten Breitband - Sprachsigna-
len auf der Gundlage des zumindest einen ersten
Breitband - Sprachparameters.

System entsprechend Anspruch 11, weiterhin um-
fassend

eine zweite Datenbank, die von der zweiten Partei
erzeugt wird, welche zweite sprecherabhangige Da-
ten umfasst;

eine zweite Ubermittlungseinrichtung zum Ubermit-
teln der zweiten Datenbank an die erste Partei;
eine zweite Analysiereinrichtung, die dazu konfigu-
riert ist, die bandbeschrankten Sprachsignale zu
analysieren, die von der ersten Partei empfangen
werden, um zumindest einen zweiten analysierten
bandbeschrénkten Sprachparameter zu bestim-
men;

eine zweite Abbildungseinrichtung, die dazu konfi-
guriert ist, zumindest einen zweiten Breitband -
Sprachparameter aus dem zumindest einen zweiten
analysierten bandbeschrankten Sprachparameter
aufder Grundlage der zweiten Datenbank zu bestim-
men;

eine zweite Breitband - Synthetisiereinrichtung zum
Synthetisieren von zweiten Breitband - Sprachsigna-
len auf der Grundlage des zumindest einen zweiten
Breitband - Sprachparameters.
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System gemanR Anspruch 11, weiterhin umfassend
eine dritte Datenbank, die flir die zweite Partei zur
Verfligung gestellt wird und nicht von der ersten Par-
tei Ubermittelt wird, und worin

die erste Abbildungseinrichtung dazu konfiguriert ist,
den zumindest einen ersten Breitband - Sprachpa-
rameter auf der Grundlage der ersten Datenbank
und auf der Grundlage der dritten Datenbank zu be-
stimmen.

System gemanR Anspruch 12, weiterhin umfassend
eine dritte Datenbank, die flir die zweite Partei zur
Verfligung gestellt wird und nicht von der ersten Par-
tei Ubermittelt wird, und worin

die erste Abbildungseinrichtung dazu konfiguriert ist,
den zumindest einen ersten Breitband - Sprachpa-
rameter auf der Grundlage der ersten Datenbank
und auf der Grundlage der dritten Datenbank zu be-
stimmen und/oder

eine vierte Datenbank, die flir die erste Partei zur
Verfligung gestellt wird und nicht von der zweiten
Partei ibermittelt wird, und worin

die zweite Abbildungseinrichtung dazu konfiguriert
ist, den zumindest einen zweiten Breitband - Sprach-
parameter auf der Grundlage der zweiten Daten-
bank und auf der Grundlage der vierten Datenbank
zu bestimmen.

System gemal Anspruch 13 oder 14, in dem die
erste und/oderzweite Abbildungseinrichtung so kon-
figuriert ist, dass sie die Prioritdt den sprecherab-
hangigen Daten gibt, wenn sie den zumindest-einen
Breitband - Sprachparameter bestimmt.

System gemal einem der Anspriiche 11 -15,indem
die erste und/oder zweite Ubermittlungseinrichtung
konfiguriert ist, die Ubertragung von sprecherabhén-
gigen Daten zu beginnen, nachdem die Erzeugung
der gesamten sprecherabhangigen Daten beendet
worden ist.

System gemal einem der Anspriiche 11 -16, in dem
die erste und/oder zweite Datenbank sprecherab-
héngige Code - Blicher und/oder Gewichte fur kunst-
liche neuronale Netze umfasst.

System gemal einem der Anspriiche 11 -17, in dem
die erste und/oder zweite Datenbank sprecherab-
hangige Daten umfasst, die gesammelt worden sind,
bevor die erste und/oder zweite Partei die bandbe-
schrankten Sprachsignale GObermittelt und emp-
fangt.

System gemaR Anspruch 18, weiterhin eine Sprach-
erkennungseinrichtung zum Erzeugen von spre-

cherabhangigen Daten umfassend.

System gemal einem der Anspriiche 11 - 19, wei-
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terhin eine Steuereinheit zum Steuern des Bestim-
mens des zumindest einen Breitband - Sprachpara-
meters and des Synthetisierens der Breitband -
Sprachsignale umfassend, und worin die Steuerein-
heit die Synthetisiereinrichtung dahingehend steu-
ert, Parameter anzupassen, die dazu bendtigt wer-
den, Hochband - und/oder Tiefband - Sprachsignale
Zu erzeugen.

Freisprecheinrichtung, die ein System gemafR einem
der Anspriiche 11 - 20 umfasst.

Mobiltelefon, das ein System gemal einem der An-
spriche 11 - 20 umfasst.

Revendications

Procédé pour générer des signaux vocaux a large
bande depuis des signaux vocaux a bande limitée
transmis et recus par un premier correspondant et
par un second correspondant, comprenant
génerer et transmettre des premiéres données dé-
pendantes du locuteur par le premier
correspondant ;

recevoir les premiéres données dépendantes du lo-
cuteur par le second correspondant ;

analyser les signaux vocaux a bande limitée recus
par le second correspondant pour déterminer au
moins un premier parameétre vocal a bande limitée
analysée ; et

génerer des premiers signaux vocaux a large bande
depuis au moins un premier parameétre vocal a ban-
de limitée analysée sur la base des premiéres don-
nees dépendantes du locuteur par le second corres-
pondant.

Procédé selon la revendication 1, comprenant en
outre de

génerer et transmettre des secondes données dé-
pendantes du locuteur par le second
correspondant ;

recevoir les secondes données du locuteur par le
premier correspondant ; et

génerer des seconds signaux vocaux a large bande
sur la base des secondes données dépendantes du
locuteur par le premier correspondant.

Procédé selon la revendication 1, comprenant en
outre

fournir une base de données pour le second corres-
pondant qui n'est pas transmise par le premier
correspondant ; et

danslequelles premiers signaux vocaux alarge ban-
de sont géneérés sur la base des premiéres données
dépendantes du locuteur et la base de données qui
n‘est pas transmise par le premier correspondant.
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Procédé selon la revendication 2, comprenant en
outre

fournir une base de données pour le second corres-
pondant qui n’est pas transmise par le premier cor-
respondant et/ou

fournir une autre base de données pour le premier
correspondant qui n’est pas transmise par le second
correspondant ;

danslequelles premiers signaux vocauxalarge ban-
de sont générés sur la base des premiéres données
dépendantes du locuteur et la base de données qui
n‘est pas transmise par le premier correspondant
et/ou

les seconds signaux vocaux a large bande sont gé-
nerés surlabase des secondes données dependan-
tes du locuteur et de I'autre base de données qui
n‘est pas transmise par le second correspondant.

Procede selon la revendication 3 ou 4, dans lequel
en générant les signaux vocaux a large bande la
priorité est donnée aux données dépendantes du
locuteur.

Procédé selon I'une quelconque des revendications
précédentes, dans lequel la transmission des don-
nees dépendantes du locuteur commence aprés que
la génération de latotalite des données dépendantes
du locuteur soit achevée.

Procédé selon I'une quelconque des revendications
précédentes, dans lequel les données dépendantes
du locuteur comprennentdes livres de codes depen-
dant du locuteur et/ou des poids pour réseaux neu-
ronaux artificiels.

Procédé selon I'une quelconque des revendications
précédentes, dans lequel les données dépendantes
du locuteur sont générées en utilisant des donnees
échantillonnées avant que les premier et/ou second
correspondant(s) transmettent et regoivent les si-
gnaux vocaux a bande limitée.

Procédé selon la revendication 8, dans lequel les
données echantillonnées avant que les premier
et/ou second correspondant(s) transmettent et re-
coivent les signaux vocaux a bande limitée ont été
génerées par des moyens de reconnaissance voca-
le.

Produit de programme d’ordinateur, comprenant un
ou plusieurs media(s) lisible(s) par ordinateur ayant
des instructions exécutables par ordinateur réalisant
les etapes de la méthode selon 'une des revendica-
tions precédentes quand ledit produit de programme
d’'ordinateur est exécuté par un ordinateur.

Systéme pour extension a large bande de signaux
vocaux a bande limitée transmis et regu par un pre-
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mier correspondant et par un second correspondant,
comprenant ;

une premiére base de données générée par le
premier correspondant comprenant des premié-
res données dépendantes du locuteur ;

des premiers moyens de transmission pour
transmettre la premiére base de données au se-
cond correspondant ;

des premiers moyens d’analyse configurés pour
analyser les signaux vocaux a bande limitée re-
cus par le second correspondant pour determi-
ner au moins un premier parametre vocal a ban-
de limitée analysée ;

des premiers moyens de mise en correspondan-
ce configurés pour déterminer au moins un pre-
mier paramétre vocal a large bande depuis le
au moins un premier paramétre vocal a bande
limitée analysée sur la base de la premiére base
de données ;

des premiers moyens de synthése alarge bande
pour synthétiser des premiers signaux vocaux
a large bande sur la base du au moins un pre-
mier paramétre vocal a large bande.

Systéme selon la revendication 11, comprenant en
outre

une seconde base de données générée par le se-
cond correspondant comprenant des secondes don-
nees dépendantes du locuteur ;

des seconds moyens de transmission pour trans-
mettre la seconde base de données au premier
correspondant ;

des seconds moyens d’analyse configurés pour ana-
lyser les signaux vocaux a bande limitée regus par
le premier correspondant pour déterminer au moins
un second paramétre vocal a bande limitée
analysée ;

des seconds moyens de mise en correspondance
configurés pour déterminer au moins un second pa-
ramétre vocal a large bande depuis le au moins un
second parameétre vocal a bande limitée analysée
sur la base de la seconde base de données ;

des seconds moyens de synthése a large bande
pour synthétiser des seconds signaux vocaux a large
bande surla base du au moins un second paramétre
vocal a large bande.

Systéme selon la revendication 11, comprenant en
outre

une troisieme base de données prévue pour le se-
cond correspondant et non transmise par le premier
correspondant ; et dans lequel

les premiers moyens de mise en correspondance
sont configurés pour déterminer le au moins un pre-
mier paramétre vocal a large bande sur la base de
la premiére base de donneées et sur la base de la
troisiéme base de données.

15

20

25

30

35

40

45

50

55

12

14.

15.

16.

17.

18.

19.

20.

22

Systéme selon la revendication 12, comprenant en
outre

une troisieme base de données prévue pour le se-
cond correspondant et non transmise par le premier
correspondant ; et dans lequel

les premiers moyens de mise en correspondance
sont configurés pour déterminer le au moins un pre-
mier paramétre vocal a large bande sur la base de
la premiére base de donneées et sur la base de la
troisiéme base de données et/ou

une quatrieme base de données prévue pour le pre-
mier correspondant et non transmise par le second
correspondant ; et dans lequel

les seconds moyens de mise en correspondance
sont configurés pour déterminer le au moins un se-
cond paramétre vocal a large bande sur la base de
la seconde base de données et sur la base de la
quatrieme base de données.

Systéme selon la revendication 13 ou 14, dans le-
quel les premier et/ou second moyens de mise en
correspondance sont configurés pour donner la prio-
rité aux données dépendantes du locuteur pendant
la détermination du au moins un parameétre vocal a
large bande.

Systéme selon I'une des revendications 11-15, dans
lequel les premier et/ou second moyens de trans-
mission sont configurés pour commencer la trans-
mission des données dependantes du locuteur
aprés que la génération de la totalité des donnees
dépendantes du locuteur soit achevée.

Systéme selon I'une des revendications 11-16, dans
lequelles premiére et/ou seconde bases de données
comprennent des livres de codes dépendantes du
locuteur et/ou des poids pour des réseaux neuro-
naux artificiels.

Systéme selon I'une des revendications 11-17, dans
lequelles premiére et/ou seconde bases de données
comprennent des données dependantes du locuteur
échantillonnées avant que les premier et/ou second
correspondant(s) transmettent et regoivent les si-
gnaux vocaux a bande limitée.

Systéme selon la revendication 18, comprenant en
outre des moyens de reconnaissance vocale pour
génerer des données dépendantes du locuteur.

Systéme selon I'une des revendications 11-19, com-
prenant en outre une unité de commande pour com-
mander la détermination du au moins paramétre vo-
cal alarge bande et la synthése des signaux vocaux
alarge bande, et dans lequel les unités de comman-
de commandent les moyens de synthése pour adap-
terles paramétres qui sont nécessaires pour générer
des signaux vocaux a bande haute et/ou a bande
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basse.

21. Kit mains libres comprenant un systéme selon I'une
des revendications 11-20.

22. Teléphone mobile comprenant un systéme selon
I'une des revendications 11-20.
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